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ABSTRACT

An efficient lossless coding procedure should take advantage of the multichannel aspect of some data standards (such as audio
standards for example). In [6], the instantaneous decorrelation of several quantized scalar signals is shown to be efficiently
realized by a lossless (integer-to-integer) implementation of the Karhunen-Loeve Transform (KLT, unitary transform). The
implementation of this integer-to-integer transform involves a cascade of triangular matrices and truncations. We present in
this paper a lossless coding procedure based on a recently introduced decorrelating scheme (Lower Diagonal Upper factoriza-
tion, LDU, causal transform). We define the lossless coding gain for a transformation as the number of bits which are saved
by using the corresponding lossless coding scheme. In a first step, we analyze and compare the effects of the truncations on
the coding gains for the two transformations. In a second step, we analyze the effects of estimation noise uppon the coding
gains : in this case, the transforms are based on an estimate @ of the covariance matrix of the quantized signals Rzaz..
We find that for stationary Gaussian i.i.d. signals, the coding gains are close to their maxima after a few tens of decoded
vectors. Moreover, the LDU based approach is shown to yield the highest coding gain. Theoretical assertions are confronted
with simulations results.

Keywords
Lossless, Integer-to-integer, adaptive transform coding, compression, entropy, prediction, estimation, quantization, causal,
unitary transformation, LDU, KLT.
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1. INTRODUCTION

1.1. LosslessAudio Coding

While relatively little attention has been paid in the past to lossless audio coding (mainly because it provides lower compres-
sion ratios than lossy coding), many modern important applications suggest or demand the use of a powerfull lossless audio
coding technique. When the coding procedure is not subject to a strong constraint of bitrate saving, as this is for example the
case for Digital Versatile Disks, lossless coding obviously appears as the best technique. Besides, some applications of very
high fidelity music distribution over the internet could provide lossy compressed audio clips in a first step (allowing the music
lover to browse and select the desired clip in a reasonable time), and then provide a losslessly compressed version of the
original. For archiving and mixing applications, lossless compression avoids the degradation of the signal when successively
coded/decoded with lossy coders [2]. It can also be observed that an increasing number of companies now provide products
for lossless audio compression [14]. A survey complementary to that of [2] reviewing free competitive lossless coders can be
found in [13].

1.2. Framework of thisstudy

An usefull application of a lossless coding scheme is described in figure 1. The lossless coder is embedded in the core of

Quantization L ossless Coder / Decoder

Fig. 1. Transform based lossless coding scheme embedded in a lossy codec.

a lossy encoder, whose performance may thereby be improved. In a first step, a very high resolution vectorial source z is
quantized using a lossy source codec, represented by the box @ (@ may represent the discretization realized by any lossy
coder/decoder, e.g. independent uniform scalar quantizers, independent ADPCM or MPEG Audio Codecs...). The set of
quantized values {z} obtained in the lossy coder is classically directly entropy coded using independent entropy coders {~; }.
However, since these coefficients are independently entropy coded, it may be worth applying, after the quantization stage, a
lossless transformation 7". T' aims to reduce the intra- and inter-signal dependencies, and hence, by further entropy coding
the discrete transformed signals v, the total bitrate. Indeed, no additional degradation of the signals should occur thereby.
Integer-to-integer implementations of optimal linear transforms in the context of transform coding can reduce intersignal
dependencies, and may therefore be used in such a scheme. Two of them are reviewed in this work, the optimal causal
transform (LDU) and the optimal unitary transform (KLT). The set of operations {Q, T\, ~,v~!, T~1}, which represents an
“enhanced” lossy codec, constitutes the framework of this work. The field of audio coding appears as a natural space of
application for these techniques, which may however be applied to the wide class of the vectorial sources. In the particular
case of MPEG-4, MPEG members are now discussing issues in considering lossless audio coding as an extention to the
MPEG-4 standard [14, 15].

1.3. Multichanned Audio

An important issue which should be taken into account in the lossless audio coding procedure is the multichannel aspect
of recent audio technologies. Starting from the monophonic and stereophonic technologies, new systems (mainly due to
the film industry and home entertainments systems) such as quadraphonic, 5.1 and 10.2 channels are now available. An
efficient coding procedure aiming storage or transmission of these signals should, as much as possible, take advantage of



the correlations between these signals. Multichannel audio sources can be roughly classified into three categories : signals
used for broadcasting, where the channels can be totally different from one to another (e.g. different audio programs in
each channel, or the same program in different langages), films soundtracks (typically the format of 5.1 channels) which
present a high correlation between certain channels, and finally multichannel audio sources resulting from a recording of the
same scene by multiple microphones (in this case, there is indeed a great advantage to be taken from the structure of the
multichannel audio signal) [4]. However, the correlations between the different channels are in most of the state of the art
lossless audio coders not taken into account at all, or in a basic way only, by computing sums and differences.

1.4. Overview of thiswork

This work only considers transformations attempting to reduce instantaneous correlations between the scalar signals . In
the next section, we derive the expression of the ideal lossless coding gain, that is, the maximum coding gain one can expect
by a transform making the transformed signal independent, though preserving the whole information about the vectorial
source z¢. The third part compares the gains obtained with two approaches for lossless coding based on approximation of
linear transforms, a unitary (KLT) and a causal (LDU) transform. The fourth section is dedicated to estimation noise and
derives the coding gains of the two approaches when the transformations are based on an estimate of the covariance matrix.
The fifth section exposes and discusses several simulations results.

2. IDEAL CODING GAIN AND MUTUAL INFORMATION

Consider the two coding schemes of figure (2), simplified from figure (1). In both cases, the sources z; are quantized using
stepsizes A;. In the first scheme, the resulting discrete valued scalar sources ! are directly entropy coded using a set of
independent scalar entropy coders ~; (codewords ¢; are transmitted). As stated in introduction however, the sources z; are
generally not independent, and neither are indeed their quantized versions. Thus, in order to avoid to code any redundancy,
one may apply a transform 7" before entropy coding. The resulting discrete scalar sources y; are further entropy coded
(codewords 3. are transmitted to the decoder). The transform 7" is chosen to be invertible so that the decoder can losslessly
recover the data {z?}. The lossless coding gain obtained for the transform, expressed in bits, may then be written as

Gr=Y_[H(}) - H(y)], L)

where H denotes (zeroth order) discrete entropy.

2.1. ldeal Lossess Coding Gain

The question of the maximum coding gain Gz now arises, in other words: how many bits can we expect to save by making
the transformed signals independent ?

Since the coding scheme must be lossless, the amount of information about the vectorial source z¢ conveyed to the decoder
must be at least H (z?). Now, ideally, the several signals {y{ } will be made independent by the transform, that is, the coding
scheme will take advantage from a non redundant repartition of the whole information H (z?). In this case, since an invertible
transform does not change entropy, the bit rate required to independently code the y? is vazl H(y}) = H(y?) = H(z9),
which is also the minimum bit rate required to losslessly code the vectorial source z¢. Now, the relation of differential to
discrete entropy of the uniformly quantized sources with stepsize A; is [1]

H(z]) 4+ logaAi — h(z;) as Ay — 0. 2

For the N-vectorial source z, a similar relation holds (see [6], and Appendix for a proof)

N
H(gq)—i—ZlOggAi—)h(g) as A; —0,i=1,...,N. 3)

i=1
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Fig. 2. Two entropy coding schemes. (1) : Direct entropy coding of the z{. (2) : Introduction of a lossless transform.

For Gaussian random variables (r.v.s) z;, the differential entropy A(z;) equals 5 1log, 2mec? . It can then easily be shown that
for sufficiently small quantization stepsizes A;, we obtain

1 (27re)N det Ry

H(z?) ~ 7 log, : (4)

2 [T:L, A7
where Rz = £ zz” . The maximum coding gain is then
Gma:c Z?\f 1 H( <1) H( q)
= Y=g h(wi) — h(z) (5)
_ 1 1 det diag{Ryes}
- &2 T det Rew Reo )

where diag{.} denotes the diagonal matrix made with the diagonal elements of {.}.

It is now shown that G, .- is ideal because it corresponds in the Gaussian case to the gain obtained with a linear decorrelating
transform placed before the quantizers. By writing det Rz, = vaﬂ_";, =TI, \i, where {o2.} and {\;} are respectively
the optimal prediction error variance of z; based on z, .;_,, and the eigenvalues of Rye, We can erte equation (4) as

zl2

Zf\;l 7 log, 27re)\ —log, A;.

H(z9) =~ ZN log, 27rea —log, A; (6)

Equation (6) shows that the entropy of the vector 2¢ may be written as the sum of the entropies of N independent r.v.s of
variances {aji} (or {\;}), quantized with quantization stepsizes A;. The required bitrate for independently coding these
quantized variables is H (z?) : if we apply first a KLT or an LDU to the unquantized source z, and then quantize the

tranformed signals with stepsizes A; , then the minimum bit rate required to entropy code these transformed signals is given
by (6). Hence, the gain (5) would be obtained by a classical transform coding scheme by inverting the transformation and



quantization operations. As will be illustrated in the next section however, the performance of realizable lossless coding
schemes based on approximations of linear transforms must be expected to be lower than the expression (5): indeed, since
the transform is placed after the quantizers and just before scalar entropy coders, its output should be discrete valued, which
is not the case for optimal linear decorrelating transforms. Thus, truncations are necessary which increase the entropy of the
transform signals: Y. H (y]) is generally greater than H (z¢).

2.2. Losdess Coding Gain and Mutual Information

We now show that the ideal lossless coding gain (5) can be easily related to the mutual information between quantized r.v.s
{z!} in the Gaussian case.

Suppose we dispose of a set of i — 1 quantized scalar sources x;f j = 1...i— 1, and that we wish to code an i — th source z,
which is not independent from the ¢ — 1 others. Intuitively, the best strategy would be to code the only information contained
in the ¢ — th r.v. which is not shared with the ¢ — 1 previous variables. The mutual information 7(z}; z{,_,) allows one to
quantize this idea : it represents the amount of information that the r.v. 2] shares with the i — 1 others (vector z{ ,_,), and is
defined by

Nefszl, ()= H(z])+ H(2l, ) — H(x, 2], 1) = H(z]) + H(zl,; ) — H(z],). @)

By writing the expressions of the mutual information between =} and z{,,_, fori = 2, ..., N, we obtain

I(ad;a) = H(a}) 4+ H(x]) — H ()
I(z3; 21 5) = H(z3)+ H(zi,)— H(zis)
: (8)
I(x?\f—ﬂf{:N—z) = H(r?\,_l) + H(i(f N_3a) — H@({:N—ﬂ
Hay;ziyoy) = Hl)+ H(ziyo) - H(zly)
Then by summing the previous expressions, we get
S, Ialial, ) = YL, H(xf) - H(x9)
= iy h(z) — h(z) 9)
= Gma:c

Thus, the maximum bitrate that can be saved using a lossless coding scheme corresponds to the sum of the mutual information
shared between each new random variable and the previous ones.

Note also from (9) that high resolution quantizing does not change mutual information, which comes from the whiteness and
independence of the quantization noises.

3. INTEGER-TO-INTEGER TRANSFORMS

Suppose one disposes of N quantized scalar signals z. Each one of this source is a quantized version of z; to the nearest mul-

T
tiple of A; (denoted by []a,), and takes values inthe set A;Z: zf | = [2f ,, 23, ..., l‘g,k]T = [z 4]ays (29 as, - [2h oy
An integer-to-integer transform 7": A17Z x AqZ... x ANZ — A7 x AsZ... x ANZ, associates to each quantized N —vector
z, an N—vector vl = Tz, whose components y; are quantized to the same resolution A; as the corresponding . The
transformation is chosen to be invertible so that the decoder can losslessly compute the original data by g‘l{k = T‘lygk.
Since the aim of the transform 7" is to make the transform signals independent, the problem of its design is very similar to
that of designing the best transformation in a transform coding framework. The transform 7" can be chosen to approximate
linear decorrelating transforms such as the LDU or the KLT, which are optimal for Gaussian signals in the classical transform
coding case [10, 9]. However, since the transform must be integer-to-integer, 7" is only an approximation of the chosen linear
decorrelating transform. Although both integer-to-integer implementations tend to the maximum gain of expression (5) for
quantization stepsizes arbitrarily small, a quantifiable loss in performance occurs in practical coding situations whose effects
are analyzed in the following.



3.1. Integer-to-Integer implementation of the LDU
3.1.1. LDU Transform Coding

We first recall the optimal causal transform in the case of transform coding. Consider a stationary Gaussian vectorial source
{z}. This source may be composed of any scalar sources {z;}. In the classical transform coding framework, a linear
transformation 7" is applied to each N-vector z,, to produce an N-vector y, = T’z whose components are independently
quantized using scalar quantizers @;. A number of bits r; is attributed to each Q; under the constraint Z r; = Nr. In
the case of the LDU transform, the transform vector y, is chosentobey, = z, — 2, = Lzy = z; — Lz,,, where Lz,

is the reference vector. The output z} is yi+ Lz, see Figure 3. This scheme appears as a generalization to the vectorial
case of the classical scalar DPCM coding scheme As detailed in [9, 10, 11], the optimal L in terms of transform coding

X % Y4 X
. q o
+ +

Fig. 3. LDU transform as a vectorial DPCM coding scheme.

gain is such that LR, L7 = dzag{(ryl, ...ajN}, where diag{...} represents a diagonal matrix whose elements are aji. In
other words, the components y; , are the prediction errors of z; ;, with respect to the past values of z;, the z;;_, ,, and the
optimal coefficients —Z; 1., are the optimal prediction coefficients. Since each prediction error y; ; is orthogonal to the
subspaces generated by the Zy.;_1  the y;  are orthogonal. It follows that Ry, = L~ 'Ry, L=T, which represents the LDU
factorization of R,,. Moreover, it can be shown [3] that the decorrelating and unimodularity properties of Z lead to the same

coding gain as the Karhunen-Loeve Transform.

3.1.2. Integer-to-Integer Implementation of the LDU Transform

In a first step, the linear transform L¢ = I — L4 is optimized to decorrelate the quantized data z{. Thus, we look for

min L{(Rgaga) L}, (10)
L?,l:z—l o
which leads to the normal equations
ng 1 0
Rﬁqﬁ"l:i,l:i : — .
LY, 0 |
, 2

yl
where (TZ/ is the optimal prediction error variance corresponding to the optimal (continuous valued) prediction error y; , =

el — L yioq28, 4 = x], — ] . The optimal transform vector is then y', = zj — L4z, and the optimal transform ¢

corresponds in this case to the LDU factorization of the covariance matrix of quantlzed data Rgaga
Rpaga = L7 Ry 1977 (11)

The second step is now to design an approximation L! , of L¢ which allows one to keep the transform structure lossless. This
can easily be realized by truncating each estimate =  of 2] . Each transform coefficient is computed by

yf,k = I?yk - [:L;iyk]Az = x?k - [Lg,lzi—lﬁ({:i—l,k]An (12)
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Fig. 4. Lossless implementation of the LDU transform.

see Figure(4).

Let us denote by L% the matrix whose non zeros off diagonal elements correspond to the ¢ — ¢h optimal predictor
- -
0o . 0

L4 =[—I% = o E : (13)

9 q9
Liy o o Li

0o .- 01

Then a lossless implementation L, of L is obtained by y¢ = L{} z} = I — [L%z]]a,. The inverse operation is simply

n int

- o
af = Lyl =1+ [L%z{]a,.

Now, the global transform vector y? can then be computed using a cascade of N — 1 elementary transforms (see figure (4))

v [L‘12 Lo s, ] .
sla,

(14)

_ j92 4 IN
= Léfn qu’rit'“Lmt Ly
= Liz.
At the decoder, the inversion is realized by
q "
L = Lint Qk
an' rant pagt (15)
_ N - 2 p
= Ly Lint Liny 4

In order to analyze the effects of the truncations (quantization [.] a, of the :n/g\k) on the coding gain, let us compute the entropy



of the variables y}. Since the source z is discrete, we have

y?,k = 1’?,;@ - [él’/;'l,\k}m
= [qu - fv/q\k} N (16)
= {yg,k}m
Thus, the entropy H (y{) may be written as
H(y]) ~ h(y;) — log, A, (17)

which assumes a quantization noise uniformly distributed over [— Az Azl [ (small quantization stepsizes). The continuousr.v.s
y; are not strictly Gaussian since each y; is a linear combination of  Gaussian r.v.s and 7 — 1 uniform r.v.s. However, since
the probability density function of a sum of uniform r.v.s tends quickly to a Gaussian p.d.f., we assume that this is the case,
and

1
H(y}) =~ 2 log, Qwegzi — log, A;. (18)

Note that in the integer-to-integer implementation of the LDU, the first scalar signal remains unchanged, and only N — 1
rounding operations are involved in the lossless transformation. The bit rate required to entropy code the discrete r.v.s y? is
then

E YL H(y!) ~ $logy(2me)o?, —logy Ay + Y is, 3 logy(2me)V =102, — log, A, (19)

The lossless coding gain for the integer-to-integer LDU may then be written as

ity H(xf) = H(y)

— 1 i
- logQH o2,
det d Ryp
Guo  ~ Llog, % iog )

2 52 N 2
9% Hz_2 gy
i

G,

(20)

int

where subscript L] , refers to the integer-to-integer implementation of Z9. The last equality shows that Gps  is indeed
inferior to G4, Since the denominator involves the optimal prediction error variances obtained from Rgyopa = Reo + D
(where D is the diagonal of the variances of the quantization noises whose i-th entry is D(i, i) = A?/12) instead of R, .

Moreover, since L? diagonalizes R a4, we have [T, oy, = det Ryaza, Where o2, = o2,. Thus the coding gain Gs  may
. . - = - T - - 1 1 n
alternatively be approximated as

det diag{Rzz}

GLq ~ % 10g2

in ag
! Uiq—_) Hf\fﬂ’ !
1
| det diag{Rzz} 1 AZ 21
= glog R, T 10%2( 12a2q) (21)
“1
1 det diag{Rzz} A2

GLq ~ 5 10g2

int 2 det Ryaga + 241n 203201 .

This last expression shows that we should position the most coarsely quantized signal (strongest ﬁ) in first position in order
to maximize Gs . Moreover, one can check that Gz« indeed tends to G 8 Aj — 0,4 = = 1,..., N, which means that
the transform is optimal in terms of lossless coding galns in the case of negligible rounding effects.

Another expression of (21) involving G4, may be found by writing

det Rﬁqﬁq = det (R;c:c + D) 99
det Ryy (1 +ir{Rg] }) (22)

X

10



wich leads to

Q
o
2

int

Llog, *t gl 110, (l—l—tr{R 'D}) - L1og, (1——1§zq)

(23)
N Gmar = 3175 |tr{Rg D} — 120 } ‘

We should here underline the similarity between the integer-to-integer implementation of the LDU and the lossless matrixing

described in [12], in which however the diagonalizing aspect of the transform (and thus its optimality for Gaussian signals

in the case of negligible perturbation effects) was not established. Moreover, the pertubation effects due to truncations and

estimation noise are not, to our knowledge, analyzed in their published related work.

3.2. Integer-to-Integer implementation of the KLT

Concerning the KLT (unitary case), the integer-to-integer approximation is based on the factorization of a unimodular matrix
cascaded with rounding operations ensuring the inversibility of the global transform. In [6], this transform was shown to be
equivalent to the original KLT for arbitrarily small A;. The loss in the bitrate saving which is due to the rounding operations
occuring in actual coding situations was however neglected in [6], and is analyzed here for N = 2.

Let us denote by V9 the KLT computed on Rgazq. We then have

AN = VIRyapa VI, (24)
We denote by A} the variances of the (continuous) transform signals.

We now briefly recall the construction of the integer-to-integer transform based on V4. As any 2 x 2 unimodular transform,
V¢ can be factored into at most three lower- and upper-triangular matrices with unit diagonal as

a

b
Vi = d| = Ve v vy, 25)
25
a—=1 d—1
V= L% , Vol = Lo Vi = L% .
0 1 c 1 0 1

The transform vector Y, is then losslessly obtained by using the integer-to-integer transform V.,

znt

Vq,

intLy =

qu qu Vsq £Z . (26)
N——

1
gk Ay
——————

2
L y? i

As

3
Y

4 A,

Since the matrices are triangular, their inverses are simply computed by changing the signs of the off-diagonal elements.
Inthe N = 2 case, one can analyze the effects of the truncations at each step of the cascade (26). Denoting by d; ; the error
due to truncation of the ¢ — th component of the vector gﬁk it can easily be shown that the final (discrete valued) transform
vector y? is obtained by

a ik = 2] 8+ 011+ =L (cad +C511+d12+022)] ] 27)

k| yak = [crl + ediq +dzg],

Assuming small quantization stepsizes (i.e. the independence of the quantization noises J; ;, and the Gaussianity of the
transformed signals), the discrete entropy of each transformed random variable may be approximated as

11



a’A? N (a—1)2 A2

H(y}) ~ %log2 2me(A] + 0 . D 1) —log, A4
) )\é =X +e (28)
H(y3) ~ 3log, 2me(Ny + Tl) —logy As.
————’
A=Al 4es

Thus, y/ may be seen as a continuous r.v. of variance )\Z = Al +e;, quantized with stepsize A;. The terms e; are the increase
in the variance of the transform signals due to the truncations. The corresponding expression for the lossless coding gain in
the N = 2 case is then

Gy Yo H(x ) — H(y)
19 i ail (29)
9 Og2 H2 )\” ’

=1 "z

X

where subscript V,2, refers to the integer-to-integer implementation of V4. Comparing with the gain obtained for the loss-

less implementation of the LDU (20) we have G'va in: < Grain: (this follows from the following series of inequalities
Hle A > Hle A = Hle 05, > olo ,) Thus the gain for the integer-to-integer KLT is clearly inferior to that of
the integer-to-integer LDU for the N = 2 case Indeed, only one triangular transform/truncation is involved in the LDU
case whereas three triangular transforms/truncations are generally necessary to losslessly implement the KLT. In the general
N-case, the triangular structure of the prediction matrix allows one to implement the lossless causal transform using N — 1
truncations (see (14)), which is most probably less than the number required in the unitary case, where the transform matrix
has not a triangular structure.

Analternative expression of Gy« may be obtained by approximating the following product under high resolution assumption

Z»lle H/\ <1+ ) H)\ (1+Zel) (30)

We get
det diag{Rzx 2 i
Gys %logz edez(;%gquq_} — 3 log2 <1 + 2o %)
~ 1 1 det diag_{ﬁﬁ} ' (31)
X 31082 TGt Raage 21n2 Zz 1 >\

As (29), this expression holds for N = 2, since the perturbation terms on the variances e; in (28) have been analytically
derived in this case only. However, the truncation effects can be similarly analyzed for a general N, and the expressions (29),
(31) would hold more generally by plugging in the corresponding e;.
As in the previous subsection, (31) may be rewritten by expressing G 4. 8S

Gua, ® Gmar— 3 [(r{Rgi DY+ 50, 4] (32)

int

Finally, as expected, Gys tends to G4 @S A; tendsto 0,i =1, ..., N.

4. EFFECTSOF THE ESTIMATION NOISE ON THE LOSSL ESS CODING GAINS

——

We analyze in this section the coding gains of an adaptive scheme based on an estimate of the covariance matrix Rgyaze =

Rgpaga + AR = 3 ZZ Lzl qT , Where K is the number of previously decoded vectors available at the decoder. We suppose
independent identically dlstrlbuted Gaussian real vectors z?, which is for example the case if the sampling period of the scalar
signals is high in comparison with their typical correlation time. (Again, the r.v.s are not strictly Gaussian because of the
contribution of the uniform quantization noise. This contribution is however small for a high resolution quantization). Thus,
the first and second order statistics of AR are known [16] : (AR);; is, for suficiently high K, a zero mean Gaussian random
variable with covariance matrix such that Evec(AR) (vec(AR))” = 2 Rgags ® Rgapa, Where @ denotes the Kronecker

product. For each realization of AR, the coder computes a in a first step the linear transformation 7' ( 7' = L4 or ﬂ)
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which diagonalizes Ryaps : T Ryagal? = 5. Then, by using the previously exposed factorizations, the coder computes the
corresponding integer-to-integer transform Tint.

In order to derive the coding gains for the two approaches in presence of estimation noise, we need the foIIowmg result ([7]).

Result Suppose that the transformation 7' (7' = L or /) is based on an estimate of the covariance matrix - e SR 28T
Without estimation noise, the variance of the transform signals obtained by applying the transform 7" to the quantized signals
would be (TquﬁqTT)M = (X)i. (For the LDU, (X)i;; = Ry, and (X);; = A’ for the KLT, as in equations (11) and
(24)). Now, the actual variances of the signals obtained by applying 7' to z are E(fRﬁqﬁq fT)“- = (¥ + AX);;. Then for
T=1d , V4, it can be shown that for sufficiently high K

N
(AD); _ N(N-1)
E Z Y | 2K (33)

where £ denotes the expectation. We can now derive the gains obtained when the transformations are based on an estimate
of the covariance matrix by means of K vectors.
4.1. Coding Gain for theinteger-to-integer LDU
One has to compute the difference
GLfm ([\) E Z H(l‘?) - H(y;]a [{)7 (34)
i=1

where only the entropies H(yl , K) of the discrete variables y{, obtained by applying L
variance of the first variable y{ is not affected by the transformation, we have

to 24, depend on K. Since the

int

EH(y}l,K)=H(2}) ~ log2(27re) 2 —log, Aj. (35)

Concerning the N — 1 remaining r.v.s y/, they may be seen as r.v.s obtained by applylng L9 to z¢, and then by quantizing the
resulting continuous valued result with stepsize A;. Thus, by denoting (Lquqquq)“ = (Ryryr)is + A(Ryryr)is, We have

EFH(yl,K) ~ FE %logz(Qﬂe)(ﬁRQqﬁqﬁ)“ — log, A;(2me)

Log, ((2me(Ryy )i (1+ Tr25) ) —logy A (36)

A(Ryry )i
%log2 2me(Ryry )is — logy Aj + 21n2E gGmes

X

Thus, we have

A( y y
E Zf\;l H(y!) =~ 2logy(2me)o? —log, Ay +ZZ 5 3 log, (2me)N 1 o —logy A; + ZZ 7o E 7(3——)

@

Comparing with the bit rate required to code the y when the transformation is not perturbed (19), the last term corresponds
to an excess bit rate due to estimation noise. Using the result (33), and the fact that £ A(R,,)11 = 0, this term may be
written as o
— 2In2 (Rg/g/)“-

N
A y’y’ it N(N— 1)
21n2E ZZ_; (Ryry)ii ~ 42K (38)

Finally, the lossless coding gain for an integer-to-integer implementation of the LDU when the transform is based on K
observed vectors may be approximated as

Gz (K) = BT H) — H K) 0
~ Ghe - NO-D (39)
~ L, 4In2K -

for high K and under high resolution assumption.
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4.2. Lossless Coding Gain for theinteger-to-integer KLT

In this case, one has to compute the difference

N
Gy (K) = £ ) H(xf) - H(y! K), (40)
i=1
where only the entropies H (y{, K) of the discrete variables y, obtained by applylng mt to z¢, depend on K.

In a first step, the variances of the continuous transform signals obtained by applying V4 to the quantized signals z! may, as
in the previous section, be written as

E (‘//\qRﬁqﬁq‘ﬁ)“’ = (Al)iz’ + (AAI)“’ = )\; + (AAI)“' (41)

Let us now analyze the effects of the estimation noise when the integer-to- mtegerKLT is implemented : the transform V; [fn is
for this purpose computed using a factorlzatlon similar to (25), involving V4. Because of the roundlng operatlons necessary

to losslessly implement the transform ;% ,, the r.v.s y¢ may be seen as continuous r.v.s of variances \; 4+ (AA');; + €;, where
the perturbing terms €; = ¢; + de; indeed depend on K since they involve the coefficients of the estlmated transform (see
(28)). However, the dependence in K is a perturbation occuring on terms which are themselves small. Thus, we assume that
¢; (K) = e; forhigh K. The bit rate required to entropy code the discrete transform signals is hence

E Zf\;l H(y!, K) E Zf\;l %log2 2me ()\; + (AAI)” + ei) —log, A;
N 7 ’
E §log, {7 s (vazl A+ (AA )i + 6z’)
1 M ! .. N e;
2 10g2 HN A2 (Hi:l )\Z + (AA )”) (1 + ZZ 15 +(AAI)”)
me)N N AA i N e;
E §log, {7 (Hz 1)\)<1+ZZ | B )<1+Ei:1m)

Te AA i N €;
= FE %logz ﬁ%\;—% det R;,;q;,;q + 10g2 <1 + Zi:l )\; ) + %10g2 (1 + Zi:l m) .

X

R

X

E YL H(y! K)

(42)
By result (33), the second term in (42) may, for sufficiently high K, be approximated as
AA )ii N(N-1)
—1 1 ~ . 43
Og?( +; l ) 42K (43)
The last term in (42) may also be, for high K and under high resolution assumptions, be approximated as
1 N € 1 & € 1 X
-1 1 — ~ — ~ —. 44
2 °g2( +;,\i+(AA)“) 21n2;/\i+(AA)“ QIHQ;/\Z- (44)
Finally, the lossless coding gain with estimation noise for the integer-to-integer KLT may be approximated as
~ det diag{Rzz} e N(N-1)
leqm(h) ~ %1 2 W 21n2 i= 1 N %W (45)
~ CGua — NOVZ1) .
~ Vit 4In 2K >

under high resolution assumption and for sufficiently high K. As in section 3.2, this expression holds for N = 2 (in which
case we have derived analytically the gain Gy« ), but would hold more generally with the corresponding Gy« .

5. SIMULATIONS

For the simulations, we used entropy constrained uniform scalar quantizersand real Gaussian i.i.d. vectors. In the first part
of this section, we compare the lossless coding gains obtained for the integer-to-integer implementations of the LDU and the
KLT for N=2. Then simulations results for higher values of N are presented in the case of the LDU. The second part of this
section describes the effects of estimation noise on the coding gains in the case N = 2.
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5.1. Losdess Coding Gainswithout estimation noise
5.1.1. Resultsfor N = 2.

LDU and KLT Lossless coding gain vs Delta/Sigma for AR1 — No=1¢" - 10 real
1.4 T T T T T T T

1.2

0.8

0.6

Gains [bits]

—— Theoretic Maximum Gain
0.4 | —— Theoretic Gain LDU
O - Observed Gain LDU Var.
*- - Observed Gain LDU Huffman
—t+— Theoretic Gain KLT
0.2 | O - Observed Gain KLT Var.
+ - Observed Gain KLT Huffman

0 I I I I I I I
0 0.2 0.4 0.6 0.8 1 1.2 14 1.6

Delta/Sigma

Fig. 5. Lossless coding gains for integer-to-integer implementations of the LDU and KLT vs quantization stepsize. N = 2,
p=0.9.

In order to check the theoretical results we generated real Gaussian vectors of covariance matrix R, (covariance matrix
of a first order autoregressive process with normalized correlation coefficient p). The number of vectors was N0 = 10
The vectors were then quantized using the same normalized quantization stepsize for all ¢ : fracA;op, = %. For several
values of £ | the optimal decorrelating transformations L? and V¢ were computed using the covariance matrix Rzqazq The
integer-to- mteger transforms L7, and V] ,, based on the transforms L¢ and V¢ were then implemented and used to compute
the transformed data y¢. We reallzed this experience ten times and averaged the different resulting gains. These gains are
plotted in figure (5) versus - .

The theoretic maximum coding gain is related to the mutual information between the variables as defined in (9). The theoretic
gains for LDU and KLT are then given by (20) and (29) respectively. The observed lossless coding gains were then computed
in two different ways.

Since under high resolution assumption there is a one to one correspondence between the discrete entropy and the variances of
the transform signals through the relations (17) and (28)), the first way was to estimate the variances of the transform signals
before quantization (05, (17) for the LDU and /\;' for the KLT (28)). The observed gains are then obtained by plugging in the
relation (20) and (29) the measured variance of the test signals. These gains are referred to by "Observed Gain { K LT, LDU }
Var.” in figure (5).

The second way is obviously to design Huffman codes for the quantized signals 2, and then other Huffman codes for the
transformed discrete signals y;. Since the average length of the codewords will be close to the entropy of each scalar source,
the difference of the average codelengths gives a precise insight of how many bits are saved by using integer-to-integer
transform. These gains are referred to by "Observed Gain { K LT, LDU } Huffman” in figure (5).

It first can be seen that for high resolution (small values of &), the observed gains correspond well to the predicted ones.
Moreover, the bit rate that can be saved by using integer-to- mtegertransforms is rather high in this case. For example, 11% of
the total bit rate can be saved for £ = 0.1 by using any of the two integer-to-integer transformations analyzed in this work.
For A = 0.51, 16% of the total b|t rate can be saved by using the integer-to-integer implementation of the LDU, and 15%
for the integer-to-integer implementation of the KLT. Figure (6) illustrates the percentage of the total bit rate which can saved
by using the two analyzed integer-to-integer transforms.

Coming back to figure (5), the rounding effects due to the lossless implementation of the transforms indeed can be seen to
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Percentage of the total bit rate saved by the transform
20 T T

18-

16~

14

%

12+

10 —— Theoretic saving : LDU
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—— Theoretic saving : KLT

sl — - Observed Saving (var.) : KLT

A Observed Saving (Huf.) : KLT

0 0.5 1 1.5
Delta/Sigma

Fig. 6. Percentage of the total bit rate saved by using integer-to-integer transform. N =2 p = 0.9

increase as the quantization gets coarser. The observed coding gains based on the estimates of the variances of the transformed
signals correspond well to the predicted ones until a ratio % ~ 1. When the quantization becomes even coarser, the
guantization noises are not independent anymore, and the mutual information between the quantized variables {z!} becomes
superior to the theoretical one. Figure (7) shows the normalized correlation coefficients of the quantization noise versus the
normalized correlation coefficient of the variables z; and x for several quantization stepsizes. It indicates that for many
usual coding situations, the hypothesis of independence of the quantization noises is very reasonable. When the correlation is
not negligible, the transforms take more advantage of the information shared between the quantized variables, and the gains
become slightly superior to the predicted ones.

Concerning the gains based on a Huffman coding of the losslessly transformed signals, they are lower than the predicted
ones though the difference is weak (typically = 0.1 bit/sample for "reasonable” values of A =) For example, this mismatch is

almost 10~ bit for the integer-to-integer LDU at = A — (0.51. A possible explanation is as follows The gains based on the
average lengths, {. ¢, of the codewords obtained by Huffman coding the discrete variables can be written as

Guuss(T) = E le’f(lz) + gy (@g) —lrugs (¥]) = laugy (¥3)
Elrugs(23) = laugs (42)
E H(2d) - H(yd),

H(x5) — H(y3)

(46)

&

where H denotes an estimate of the entropy. The approximation in (46) comes from the fact that the averaged length of the
Huffman codewords is indeed not guaranteed to correspond to entropies of the discrete r.v.s since the Shannon-Fano integer
constraint * is not imposed. This may lead to a slight mismatch between actual entropies and observed gains. Moreover, we
supposed theoretically that the relation of differential to discrete entropy is given by (2). This assumes a constant p.d.f. within
the quantization bins, which is only asymptotically true. Figure (8) plots the difference of the actual discrete entropy of a
uniformly quantized Gaussian scalar source {z} minus the theoretic entropy (given by (2)), versus %. This shows that the
actual entropy is greater than the theoretical one, and that the difference indeed depends on % Now, our theory predicts the
same relationship between discrete and differential entropies for the variables =2 and y2. The latter, however, may be seen
(see Section 3) as the optimal prediction v/ of zZ quantized with stepsize A,. Thus, relatively to its own standard deviation, it
is coarserly quantized than =2, and the actual entropy of the quantized r.v. y3 is greater than the predicted one. This mismatch
is greater than the mismatch between predicted and observed entropies for 4 (which can be seen from figure (8) to be roughly

Lwhich states that the code will be optimal if the probabilities p; of the symbols 7 are related to the corresponding codeword lengths I(7) by p; = 2—4%)
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Crosscorrelation between quantization noises vs rho 10° samples
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Fig. 7. Correlation coefficient of quantization noises vs Correlation coefficient of the variables z; and z for several quanti-
zation stepsize. The variables z, and z, have variance 1.

Observed minus Theoretic Entropy vs Delta for 10 real of 10° Gaussian samples
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Fig. 8. Actual minus theoretic entropy for uniformly quantized Gaussian signal vs quantization stepsize.
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10~2 bit. For 4, whose standard deviation for p = 0.9 is about /5 times smaller than z, the relative quantization stepsize
is /5 times bigger, ~ 2, which from figure (8) correspond to an overestimation of ~ 10~ bit. Hence, the gain obtained
by Huffman coding is globally lower than predicted from roughly 0.1 bit. A similar analysis can be made for the transform
signals obtained with a lossless implementation of the KLT (where the mismatch is even greater since the lowest variance is
generally lower than 05,2).

As a conclusion, the curves obtained for N = 2 correspond well to the predicted results for a wide range of GA, roughly

% = 1. They show that a non negligible part of the bit rate may be saved by using an integer-to-integer transform, and finally
that the lossless implementation of the LDU is superior to that of the KLT.

5.1.2. Position of the first signal

Figure (9) shows the codings gains obtained for the integer-to-integer LDU applied to scalar sources of unit variance, versus
their correlation coefficient p. In the first case, denoted by ”1” in the legend, the first signal {z, } is quantized with stepsize
A; = 0.1 and the second signal {2} with stepsize A; = 1. In the second case, denoted by 2" in the legend, the stepsizes
are 1 for {1} and 0.1 for {x2}. The curves show as expected that the most coarsely quantized signal must be placed in first
place in order to maximize the lossless coding gain.

Lossless Coding gains for LDU with different normalized stepsizes
1.2 T T T T T

— Theoretic Maximum Gain
—— Theoretic Gain LDU : 1
1 O Observed Gain LDU Var. : 1 . . 2
* Observed Gain LDU Huffman : 1
Theoretic Gain LDU : 2
Observed Gain LDU Var. : 2
08l Observed Gain LDU Huffman : 2 4

Gains [bits]
o
o

o
S

0.2

0.1 0.2 0.3 0.4 0.5 0.6 0.7 0.8 0.9
rho

Fig. 9. Importance of the coarseness of the quantization of the first signal.

5.1.3. Results for N > 2.

The coding gains obtained for the integer-to-integer LDU with N = 5, A = 0.51and N = 5, A = (.21 are presented in
figures (10) and (11) respectively. In this case, the data are real Gaussian i.i.d. vectors with covariance matrix R = H Ry, H™.
R, is the covariance matrix of a first order autoregressive process with normalized correlation coefficient p. H is a diagonal
matrix whose ith entry is (i)2/3 (decreasing variances, ranging from 1 to 8.56). Hence, the coarseness of the quantization
decreases as ¢ increases. It can be seen that the observed gains match well the predicted ones. In particular, the previously
exposed mismatch between the predicted gains and the observed gains based on Huffman coding concerns only the few first
y} because the stepsize A becomes, as i grows, relatively smaller comparatively to the standard deviation of the prediction
error y;. Thus, this mismatch becomes negligible relatively to the total gain.
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Fig. 10. Lossless Coding Gain for integer-to-integer LDU with N = 5. A = 0.51.

LDU lossless Coding Gain vs rho — N=5 - Delta =0.21
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Fig. 11. Lossless Coding Gain for integer-to-integer LDU with N = 5. A = 0.21.
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5.2. Coding Gainswith estimation noise

In the first experiment, the data were generated as in section 5.1. 1 for N = 2. The coding gains with estimation noise
are plotted in figure (12). The normalized quantization stepsize is = = 0.51. The coding gain G4, refers to the mutual
information given by (9). The theoretic gains for LDU and KLT are given by (39) and (45) respectively (gains referred to
as "G(K) {KLT,LDU?} Asymptotic”). The observed coding gains are, as in the previous section, whether based on the
estimates of the variances of the transform signals (gains referred to as "G(K) { K LT, LDU } observed variances”), whether
based on the actual gain computed by Huffman coding. In this case, a Huffman code is designed for the signals obtained
with integer-to-integer transforms based on an estimate of the covariance matrix of quantized data @ with K vectors. The
theoretic curves correspond well to the observed ones for the observed gains based on variances estimates for K = a few tens.
The slight mismatch between Huffman based and variance based observed gains may be due to the overestimation explained
in the previous subsection. Huffman based and variance based observed gains reach 90% of their maximal value for K ~ 10
decoded vectors. That is, basing our conclusions on averaged codewords lengths obtained with a Huffman code, 90% of 16%
of the total bit rate can be saved for entropy coding each 2-vector as soon as K = 10 in the case of the integer-to-integer
LDU. In the case of the integer-to-integer KLT, 90% of 15% of the total bit rate can be saved for a comparable estimation
noise.

Figure (13) and (14) plot the lossless coding gain with estimation noise versus K for the same type of data as in the previous
subsection 5.1.3: N =5, A = 0.51,and A = 0.21. Theoretic and observed gains correspond well for K = a few tens.
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Fig. 12. Coding Gains with estimation noise versus K for N=2. UA =0.51.
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Lossless Coding Gain vs K for LDU rho=0.9 - N=5
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Fig. 13. Coding Gains with estimation noise versus K for N=5. A = 0.51.

Lossless Coding Gain vs K for LDU rho=0.9 - N=5
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Fig. 14. Coding Gains with estimation noise versus K for N=5. A = 0.21.
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6. APPENDIX

The proof of expression (3) is a straightforward extension to N r.v.s and different quantization stepsizes of Theorem 9.3.1,
[1].

Consider a set of random variables z1, zs, ..., 2y with density f(z1, 22, ..., zn). Suppose we divide the range of each z;
into bins (quantization cells) of length A;. The density is assumed to be continuous within the bins. The proof includes three
steps : firstly we find the mean of each quantization cell. Then we express the probability that a vector is quantized into a
particular cell, and finally we estimate the entropy of the quantized source.

By the mean value theorem, there exists a set of values z,; = [:pjl-l, xi, e xﬁv]T within each bin such that
N (J1+1) (Un+1)AN
ArAg. Ay f(a} ]1,'”,. .,asz):/ / flz1,2za,...,zN)dz; .. dey. (47)
J1da INAN

Consider now the set of quantized r.v. z¢ = [:p‘{m rN]N] defined by

x? . = if gl <x < (4 + 1A (48)

] Jl’

The probability that a certain quantized vector 2 is chosen to be represented by z; is

(J1+1) (Un+1)AN
Dirroin :/ / f(a:l,mg,...,J:N)dml...dmN:f(le»l,xi,. o JN)A As. An. (49)
J1A1 INAN

The entropy of the vectorial source quantized using the rule (48) is

H(ﬁq) = - Z?j:—oo Z]O'i,-:_oo Pji,. N 10g2pj17~~~7jN
= —Z;f:_oo ...Zﬁ:_w f(rjl»l,xi, ,rJ\L)A As...Anlog, (f( ]1,152,. L] )A Ao AN) (50)
= e Flal a2 N )AL Ay Aplog, f(al ;2,. ,;,;;V)

_Z;T:—oo e — Z;i;:—oo AlAgANf( ;1,' ?2, ceey ]N) logz (A Az )

If f(z} s M,. . x%) log, f(mjll,mjz.z, ...,mj\;) is Riemann integrable, the first approaches the integral of
fla), @3, . ) log, f(x], ,&3,,...,xl ) = h(z) by definition of Riemann integrability. The second therm in (50) may

be written as

AL AN _Oo...z;?jv oo Flah 2 ) logy Ay A Ay

(J1+1)A, (Un+1)AN
A1y Ay Z Z / / flay, zo, ..., xn)dey...dey | logy AjAs. Ay
; J

ji=—o0 J1l1 NAN
=1
= 10g2 AlAzAN
= Zf\;l logaA; .
(51)
Hence, we get
N
H(z%) + ZlogQAi — h(z) as A; =0, i=1...N. (52)

i=1
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