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ABSTRACT

The recently proposed speaker diarization technique based
on binary keys provides a very fast alternative to state-of-
the-art systems. However, this speed up has the cost of a
little increase in Diarization Error Rate (DER). This paper
proposes a series of improvements to the original algorithm
with the aim to get closer to state-of-the-art performance.
First, several alternative similarity measures between binary
key speaker/segment models are introduced. Second, we
perform a first attempt at applying Intra-Session and Intra-
Speaker Variability (ISISV) compensation within the binary
diarization approach through the Nuisance Attribute Projec-
tion. Experimental results show the benefits of the newly
introduced similarity metrics, as well as the potential of the
Nuisance Attribute Projection for ISISV compensation in the
binary key speaker diarization framework.

Index Terms— Speaker diarization, binary key, cosine
distance, chi-square distance, session variability compensa-
tion, nuisance attribute projection

1. INTRODUCTION

Speaker diarization is the task of segmenting an audio file into
speaker-homogeneous segments without any prior informa-
tion about the number of speakers nor their identities. The
importance of speaker diarization is well known as a pre-
processing tool for many speech-related tasks which take ad-
vantage of dealing with speech signals from a single-speaker.

Recently, a speaker diarization approach based on the “bi-
nary key” speaker modeling was presented in [1]. Among
its advantages, the main one is the system speed, since the
technique runs over 10 times faster than real time with little
decrease in performance. The approach was further investi-
gated in [2], where it was tested using broadcast data instead
of meeting recordings, obtaining similar results. Addition-
ally, [3] addressed the problem of clustering selection and
stopping criterion by proposing the use of a global speaker
clustering method inspired in [4].

One of the reasons why speaker diarization is such a chal-
lenging task is the existence of a high Intra-Session Intra-
Speaker Variability (ISISV) in some recordings. Systems usu-
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ally have to deal with highly varying conditions even within a
given audio file. Such variability may lead the diarization sys-
tem, for example, to model a given speaker by more than one
cluster, or to increase speaker errors. This phenomenon has
also been shown to have a negative impact in speaker identi-
fication and verification systems. To face this problem, sev-
eral variability compensation techniques have been proposed
and successfully applied to speaker recognition. Among those
methods, the most popular ones are Nuisance Attribute Pro-
jection (NAP) [5], Within Class Covariance Normalization
(WCCN) [6], Joint Factor Analysis (JFA) [7], and i-vector [8].
Some of these compensation techniques have been also ap-
plied to speaker diarization [4,9].

In [10], the authors reported the benefits of applying NAP
and WCCN to the binary representation of speakers in a
speaker recognition task. Therefore, it is reasonable to think
that such variability compensation technique should be bene-
ficial in the framework of binary key speaker diarization if a
suitable adaptation is achieved.

The main goal of this paper is twofold. First, alternative
similarity measures will be evaluated within the binary key
speaker diarization system. Secondly, NAP will be adapted
to our needs and applied before the final clustering stage. Ex-
periments carried out on the REPERE phase 1 test set of TV
broadcast programs show the effectiveness of the introduced
similarity measures and the NAP compensation method, out-
performing a baseline binary key based speaker diarization
system.

The paper is structured as follows: Section 2 describes the
baseline binary key speaker diarization system and includes
the definition of the similarity measures being evaluated. Sec-
tion 3 describes the variability compensation technique and
its adaptation to the binary key diarization system. Section 4
provides experimental results and discussion. Finally, section
5 concludes and proposes future work.

2. OVERVIEW OF THE BINARY KEY SPEAKER
DIARIZATION SYSTEM

A complete description of the binary key diarization system
used in this work is given in [2]. Here only a brief overview



is done. Essentially, the system is composed of two main
blocks. First, the acoustic step transforms the input signal
data into a series of binary vectors called Binary Keys (BK),
following a supersegment approach. Second, the binary step
performs an Agglomerative Hierarchical Clustering (AHC)
over the BKs.

The conversion of a set of acoustic features into a BK is
carried out thanks to a UBM-like model called Binary Key
Background Model (KBM), which is trained using the test
data itself (refer to [2] for details). The number of Gaussian
components of this model can be of several hundreds and will
determine the dimension of the BKs.

Once the KBM is trained, any set or sequence of input fea-
ture vectors can be converted into a Binary Key. A BK vy =
{ve[1],...,vf[N]},vg[i] = {0, 1} is a binary vector whose di-
mension NV is the number of components in the KBM. Setting
a position vs[i] to 1 (TRUE) indicates that the i-th Gaussian
of the KBM coexists in the same area of the acoustic space as
the majority of the acoustic data being modeled. The BK can
be obtained in two steps. First, for each feature vector, the
best Ng matching Gaussians in the KBM are selected (e.g.
the N components which provide the highest likelihood for
the current feature vector). The IDs of all selected Gaussians
are stored in a n X N matrix, where the rows represent the n
feature vectors. Second, the count of the occurrences of each
Gaussian ID in the previous matrix is calculated and stored in
a Cumulative Vector (CV) of dimension /N, where each posi-
tion ¢ represents the ¢-th Gaussian of the KBM. Then, the final
BK is obtained by setting to 1 the M top positions of the CV.
Note that this method can be applied to any set of features,
either a sequence of features from a short speech segment, or
a feature set corresponding to a whole speaker cluster.

The last step before switching to the binary process step is
the clustering initialization. In this paper we opt for a simple
uniform cluster initialization by splitting the input data into
N;nit equal-sized chunks.

The binary step implements an AHC clustering approach.
However, all operations are done with binary data, which
makes the process much faster than using classic GMM-
based approaches (please refer to [2] to see execution time
figures). First, BKs for the initial clusters are calculated using
the method explained above. Then, the input data, previously
converted into a sequence of BKs, is reassigned to the current
clusters, by comparing input BKs to all current cluster BKs
by using some similarity measure (section 2.1). Once data
have been redistributed, BKs are trained for the new clusters.
Next, similarities between all cluster pairs are calculated, and
the cluster pair with the highest score is merged, reducing the
number of clusters by one. The iterative process is repeated
until a single cluster containing all the input BKs is obtained.
Finally the output clustering must be selected from all partial
clusterings obtained in all the iterations. This is done by cal-
culating the student T-test 75 metric as explained in [1] to all
clustering solutions. Then, the clustering which maximizes
T, is returned.

2.1. Similarity measures for binary keys and cumulative
vectors

In this subsection we propose two similarity measures that
exploit the CV counts.

The originally proposed similarity metric used in binary
key speaker diarization [1] is defined as
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which involves bit wise-operations between two BKs. The
effectiveness of this metric for comparing BKs was assessed
and demonstrated to be effective in previous work [1,2].

As explained above, positions equal to one within a BK
indicate that the Gaussians of the KBM associated to those
positions are the ones that best fit the sequence of feature
vectors being converted. The selected components are the
ones most frequently chosen as top-scoring components for
the segment/cluster, i.e. the M highest positions in the Cu-
mulative Vector (CV, see section 2). A CV is a vector of pos-
itive integers in which each position ¢ stores the frequency of
activation of the ¢-th Gaussian component in the KBM. This
could be interpreted as a set of weights specifying the impor-
tance of each component in the given feature set. But these
weights are lost in the process of conversion from a CV to a
BK. However, it seems reasonable to think that this removed
information could also be beneficial for discriminating be-
tween speakers, thus CVs could be used as speaker models in
place of BKs. Using CVs instead of BKs has already been ad-
dressed for speaker verification with success in [10]. Speaker
recognition and speaker diarization are tasks closely related,
thus we think that using CVs as speaker models could also
provide benefits in the speaker diarization task.

As said before, a CV contains frequencies of component
activation. This counts are calculated in a per-frame basis:
for each feature vector, the positions corresponding to the N¢
top-scoring Gaussians are incremented by one, implying that
the final absolute values depend on the duration of the seg-
ment/cluster being converted. However, we are more inter-
ested in the relative variations among the CV positions than
in the vector’s magnitude. Therefore, it seems a case where
the cosine similarity may be suitable for comparing them, as
it is a measure related to the angle between the two vectors,
which depends on the vectors’ directions. The cosine similar-
ity between vectors a and b is defined as

S(a,b) = &)

a-b

Scos a7b = T
(@:0) = e

2)

Finally, as a CV counts how many times each Gaussian com-
ponent in the KBM has been selected as a top-scoring Gaus-
sian for the feature set being converted, it could be considered
as some sort of histogram. A well-know distance for com-
paring histograms is the chi-square y? distance, defined by
equation 3. We propose its use to measure similarity between



CVs.
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In order to avoid by-zero divisions in the denominator, a con-
stant value (equal to the minimum increment representable by
double-precision numbers in Matlab, which is 2.2 x 10716) is
summed to all CV positions. Furthermore, the CVs are nor-
malized before computing similarity.

3. SESSION VARIABILITY COMPENSATION IN
BINARY KEY SPEAKER DIARIZATION

Dealing with session variability has become a must for any
modern speaker recognition system. The binary key speaker
modeling is not an exception and popular compensation meth-
ods such as NAP and WCCN have been successfully applied
to it in a speaker verification task [10]. Speaker diarization
systems also have to deal with varying conditions within the
audio signal to be processed. Thus, compensation of this vari-
ability will presumably be beneficial and will result in im-
provements in accuracy. In this work we propose to apply
NAP for binary key speaker diarization by adapting it to the
particular needs that speaker diarization entails. Given its na-
ture, NAP can be applied to any speech representation in form
of high-dimensional vectors called supervectors (e.g. Gaus-
sian supervectors, speaker factors, i-vectors, and CVs in this
work).

3.1. Nuisance Attribute Projection

NAP [5] assumes that the within-class variability is restricted
to a low dimensional subspace. In order to remove this vari-
ability, the supervectors are projected onto an orthogonal
complementary subspace. First, the within-speaker scatter
matrix is calculated on appropriate labeled data as
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where S is the number of speakers, 74 is the number of utter-
ances by speaker s, z; is the supervector representing the ¢-th
utterance of speaker s, and z*® is the mean of the supervectors
of speaker s. Then, the projection matrix is obtained accord-
ingto P = (I — UU"), where U is the rectangular matrix of
the k eigenvectors associated with the k largest eigenvalues
(obtained after solving the eigenvalue problem Wu = Au).
Finally, the transformation of supervector x is the result of
applying the projection as y = Px.

Given its nature, NAP can be applied to any sort of super-
vector representation of an utterance/cluster. In our system,
we first convert the input data into a sequence of CVs. Then,
all the CVs are compensated by applying the projection P.
Next, in the AHC stage, CVs for the new clusters are trained
as usual, and then compensated in the same way as the seg-
ment CVs. The rest of the process remains the same as the
baseline system.

With regard to the estimation of the within-class scatter
matrix W, a development set is used. For each audio file in
the development set, all the segments of each participating
speaker are pooled together by speaker, and divided into seg-
ments of one second. Those segments are used as speaker
utterances in the computation of W. As our system estimates
the KBM on the test audio file, the CVs of the development
set have to be calculated for each test audio file using its own
KBM.

Once matrix W is estimated, the projection P is calcu-
lated. As said above, U is the matrix formed by the % eigen-
vectors associated to the top k eigenvalues. Instead of using
a fixed value of k for all input audio files, we estimate %k as
a function of the proportion p of the total eigenvalue mass as

follows: .
Ly, ®
D
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being D the dimension of matrix W.

min
k

4. EXPERIMENTS AND RESULTS

This section describes the experimental setup and results for
two different experiments. First, the proposed similarity mea-
sures are evaluated on the baseline diarization system (with-
out variability compensation). Second, NAP is applied by es-
timating the within-class-scatter-matrix on development data.
Note that in NAP experiments we only use the cosine sim-
ilarity since after applying the projection on the CVs space,
none of the S and S, are suitable for measuring similarities
between the vectors projected to the new subspace.

All the experiments are performed using “oracle” speech/non-

speech labels, with the aim to asses the proposed improve-
ments without the impact of impurities introduced by false
alarm errors. With regard to overlapping speech, although
our system is not prepared to handle such overlapped speech,
regions with more than one active speaker are included in
both the diarization process and DER computation.

All tests are performed on the REPERE phase 1 test
dataset of TV data. This database was developed in the con-
text of the REPERE Challenge [11]. It consists of a set of TV
shows from several French TV channels. For NAP projection
estimation, the REPERE phase 1 development dataset is used.

4.1. Experimental setup

Parameters and settings of the various modules of the binary
key speaker diarization system are described here. Feature ex-
traction is performed using standard 19-order MFCCs, com-
puted using a 25ms window every 10ms.

For training the KBM, single Gaussian components are
obtained using a 2s window over the signal. Window rate
is set according to the input audio length, in order to ob-
tain an initial pool of 2000 Gaussians. Then, the final num-
ber of components is reduced to N components by following
the Gaussian component selection algorithm explained in [1].
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Fig. 1. Diarization performance measured in DER for the pro-
posed similarity measures, in function of the KBM size.

However, in this work we use the cosine distance between
the means of the Gaussian components as a distance measure
in the component selection algorithm, instead of using KL2
distance. We have observed that comparing the means using
cosine distance is discriminative enough and also much faster
to compute than KL2 [12].

With regard to binary key estimate parameters, the top 5
Gaussian components are taken in a per frame basis, and the
top 20% components at segment level.

Finally, in the AHC stage, BKs are computed for each 1s
segment, augmenting it 1s before and after, totaling 3s.

For performance evaluation, the output labels are com-
pared with the reference ones to compute the DER. As said
before, overlapping speech regions are included in both di-
arization processing and calculation of DER. In such regions
with more than one speaker simultaneously, our system as-
signs only one speaker label.

4.2. Similarity measure experiments

Evaluation results of the proposed similarity measures are
collected in Figure 1. Continuous lines show system output
(SysOut) performance returned by the final clustering selec-
tion algorithm, while dashed lines show performance of the
optimum clusterings selected manually (OptOut). We include
these results in order to set a performance ceiling. Let’s first
put the focus on the optimum clusterings selected manually
(dashed lines). It can be appreciated how both S, and S,
outperform the original similarity measure S (considered as
the baseline similarity metric), providing a decrease of DER
of around 1% absolute in the case of the cosine similarity, and
of around 2% absolute with the chi-square similarity (with
some overlap in the curves for some KBM sizes). A sec-
ond fact observed is that performance does not improve af-
ter a certain KBM size of around 512 components. Regard-
ing the output returned by the final clustering selection al-
gorithm (SysOut), the new similarity measures also provide
gains in performance of around 2-3% absolute. Contrarily to
the case of optimum clusterings, the automatic clustering se-
lection benefits from larger KBMs. However the gap between
performance of system output and optimum clusterings is still
too large, exhibiting performance differences of around 8%
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Fig. 2. Diarization performance with NAP variability com-
pensation, measured in DER, in function of the KBM size.

absolute DER. This shows that the clustering selection algo-
rithm is not very accurate at detecting the optimum clustering.
In any case, it is confirmed that the information contained
in the CVs contribute to the discrimination between speak-
ers and that the proposed similarity metrics provide good dis-
crimination.

4.3. Session compensation experiments

Figure 2 shows results obtained after applying NAP compen-
sation within the diarization process, using a KBM size of
896, in function of the proportion p of eigenvalue mass used
for selecting the k& of eigenvectors for estimating the NAP
projection. Like in Figure 1, results for the system output
(SysOut) and for the optimum clusterings selected manually
(OptOut) are shown. Concerning the optimum clusterings se-
lected manually (orange line), we observe performance im-
provements just slightly above the baseline system perfor-
mance (dashed green line). The best result is 10.20% DER
with p = 25, versus 10.57% DER of the baseline. However,
in the case of the returned output by the clustering selection
algorithm, it seems that the NAP compensation contributes
to improve such final clustering selection. Greater perfor-
mance improvements are achieved, obtaining 16.99% DER
with p = 20, versus 19.3% DER of the baseline, getting an
absolute improvement of 2.3% DER. Additionally, the result
by tuning the value of p for each audio file is plotted by the
dashed red line. This remarks the importance of selecting the
right number k of eigenvectors for each audio file in the com-
putation of NAP. Although the selection of k as a function
of a given proportion of the eigenvalue mass results benefi-
cial, there is still room for improvement, and a more accu-
rate method for deciding k£ may result in further performance
gains.

In order to illustrate the hypothetical improvement of a
more suitable selection method of k, performance for each
show (OptOut) is shown before and after applying NAP by
setting the optimum value of p manually. It can be observed
that the use of NAP is beneficial in almost all audio files. The
overall, time-weighted DER is 1.3 points lower after applying
NAP (10.54% DER versus 9.27% DER).



over again. Finally we remark the weakness of the final clus-
tering selection algorithm, as the returned solutions are far
from the performance ceiling. This issue is addressed in [12]
by proposing a new clustering selection method.
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Show ID [ Baseline || NAP |
DER |[ p [ DER |
BFMTV _BFMStory_1 83 25 5.93
BFMTV _BFMStory_2 16.28 25 15.74
BFMTV _BFMStory_3 5.75 40 4.6
BFMTV _BFMStory_4 4.35 40 4.21
BFMTV _CultureEtVous_1 26.54 10 22.55
BFEMTV _CultureEtVous_2 29.61 25 | 30.65
BFMTV _CultureEtVous_3 20.7 25 17.97
BFMTYV _CultureEtVous_4 3.88 35 5.74
BFMTV _CultureEtVous_5 11.34 40 | 10.01
BFMTV _CultureEtVous_6 18.65 25 18.37
BFMTYV _CultureEtVous_7 24.8 5 25.26
LCP_CaVousRegarde_1 8.02 25 8.02
LCP_CaVousRegarde_2 9.11 25 9.1
LCP_CaVousRegarde_3 20.79 30 | 15.04
LCP_EntreLesLignes_1 34.23 15 31.97
LCP_EntreLesLignes_2 11.49 20 9.29
LCP_EntreLesLignes-3 6.92 10 5.49
LCP_LCPInfo13h30-1 8.54 25 6.91
LCP_LCPInfo13h30.2 2.8 20 0.57
LCP_LCPInfo13h30-3 11.98 35 8.96
LCP_PileEtFace_1 16.29 20 15.89
LCP_PileEtFace_2 15.35 10 13.31
LCP_PileEtFace_3 26.51 20 | 32.88
LCP_PileEtFace_4 14.23 35 10.64
LCP_PileEtFace_5 7.97 10 5.26
LCP_TopQuestions_1 3.83 30 2.87
LCP_TopQuestions_2 1.54 15 0.57
LCP_TopQuestions_3 3.48 30 2.76
[ Overall [ 1057 ] [ 927 ]

Table 1. DER of optimum clusterings in a per-show basis
of the baseline system, and by applying NAP. p specifies the
proportion of eigenvalue mass used to decide the number of
eigenvectors for NAP.

5. CONCLUSIONS

This work proposes a series of improvements to binary key
speaker diarization. First, several similarity measures be-
tween BKs and/or CVs are introduced in the diarization
framework. Second, first attempts of applying ISISV com-
pensation are done within the binary key speaker diarization
framework through the Nuisance Attribute Projection. The
inclusion of the new similarity measures was proven to be
beneficial, whereas our approach to NAP for binary key di-
arization also provided performance gains. Although the
method for selecting the right value of k£ has been proved
to be effective, the per-audio-file analysis done suggests that
there is still room for further improvement if a more ef-
fective method is found. One more negative aspect of our
approach to NAP is the need to convert the development set
into CVs using the KBM estimated on the current test audio
file, which introduce an extra computational cost. Since one
of the strongest points of the binary key speaker diarization
technique is its speed, a method which reduced the extra
computational cost would be highly desirable. For instance,
our baseline system using the cosine distance and KBM size
of 896 presents a Real-Time factor (xRT) of 0.07, while the
system using NAP compensation presents a much higher
computation time of 0.5 xRT using the same KBM size. For
example, this problem could be solved by using a global
KBM for all test audio streams, which would also be used
to compute the CVs of the development set. In this way, the
development CVs are compute only once and could be reused
for all tests without the need of re-estimating then over an

(1]

(2]

(3]

(4]

(5]

(6]

(7]

(8]

(9]

[10]

[11]

[12]

REFERENCES

Xavier Anguera and Jean-Francois Bonastre, “Fast speaker
diarization based on binary keys,” in ICASSP, May 2011, pp.
4428-4431.

Héctor Delgado, Corinne Fredouille, and Javier Serrano, “To-
wards a complete binary key system for the speaker diarization
task,” in INTERSPEECH, 2014, pp. 572-576.

Héctor Delgado, Xavier Anguera, Corinne Fredouille, and
Javier Serrano, “Global speaker clustering towards optimal
stopping criterion in binary key speaker diarization,” in Proc.
IberSPEECH, 2014, pp. 59-68.

Grégor Dupuy, Mickael Rouvier, Sylvain Meignier, and Yan-
nick Esteve, “I-vectors and ILP clustering adapted to cross-
show speaker diarization,” in INTERSPEECH, 2012.

Alex Solomonoff, Carl Quillen, and William M. Campbell,
“Channel compensation for svm speaker recognition,” in
ODYSSEY, 2004, pp. 57-62.

Andrew O. Hatch, Sachin Kajarekar, and Andreas Stolcke,
“Within-class covariance normalization for svm-based speaker
recognition,” in Proc. of ICSLP, 2006, p. 14711474.

P. Kenny, P. Ouellet, N. Dehak, V. Gupta, and P. Dumouchel,
“A study of interspeaker variability in speaker verification,”
Audio, Speech, and Language Processing, IEEE Transactions
on, vol. 16, no. 5, pp. 980-988, July 2008.

N. Dehak, P. Kenny, R. Dehak, P. Dumouchel, and P. Ouellet,
“Front-end factor analysis for speaker verification,” Audio,
Speech, and Language Processing, IEEE Transactions on, vol.
19, no. 4, pp. 788-798, May 2011.

Hagai Aronowitz, “Unsupervised compensation of intra-
session intra-speaker variability for speaker diarization,” in
ODYSSEY, 2010.

Gabriel Hernandez-Sierra, Jose R. Calvo, Jean-Francois
Bonastre, and Pierre-Michel Bousquet, ‘“Session compensa-
tion using binary speech representation for speaker recogni-
tion,” Pattern Recognition Letters, vol. 49, no. 0, pp. 17 — 23,
2014.

J. Kahn, O. Galibert, L. Quintard, M. Carre, A. Giraudel, and
P. Joly, “A presentation of the REPERE challenge,” in CBMI,
June 2012, pp. 1-6.

Héctor Delgado, Xavier Anguera, Corinne Fredouille, and
Javier Serrano, ‘“Novel stopping criterion for binary key
speaker diarization,” Submitted.




<<
  /ASCII85EncodePages false
  /AllowTransparency false
  /AutoPositionEPSFiles false
  /AutoRotatePages /None
  /Binding /Left
  /CalGrayProfile (Gray Gamma 2.2)
  /CalRGBProfile (sRGB IEC61966-2.1)
  /CalCMYKProfile (U.S. Web Coated \050SWOP\051 v2)
  /sRGBProfile (sRGB IEC61966-2.1)
  /CannotEmbedFontPolicy /Warning
  /CompatibilityLevel 1.4
  /CompressObjects /Off
  /CompressPages true
  /ConvertImagesToIndexed true
  /PassThroughJPEGImages true
  /CreateJobTicket false
  /DefaultRenderingIntent /Default
  /DetectBlends true
  /DetectCurves 0.0000
  /ColorConversionStrategy /LeaveColorUnchanged
  /DoThumbnails false
  /EmbedAllFonts true
  /EmbedOpenType false
  /ParseICCProfilesInComments true
  /EmbedJobOptions true
  /DSCReportingLevel 0
  /EmitDSCWarnings false
  /EndPage -1
  /ImageMemory 1048576
  /LockDistillerParams true
  /MaxSubsetPct 100
  /Optimize false
  /OPM 0
  /ParseDSCComments false
  /ParseDSCCommentsForDocInfo false
  /PreserveCopyPage true
  /PreserveDICMYKValues true
  /PreserveEPSInfo false
  /PreserveFlatness true
  /PreserveHalftoneInfo true
  /PreserveOPIComments false
  /PreserveOverprintSettings true
  /StartPage 1
  /SubsetFonts false
  /TransferFunctionInfo /Remove
  /UCRandBGInfo /Preserve
  /UsePrologue false
  /ColorSettingsFile ()
  /AlwaysEmbed [ true
    /Arial-Black
    /Arial-BoldItalicMT
    /Arial-BoldMT
    /Arial-ItalicMT
    /ArialMT
    /ArialNarrow
    /ArialNarrow-Bold
    /ArialNarrow-BoldItalic
    /ArialNarrow-Italic
    /ArialUnicodeMS
    /BookAntiqua
    /BookAntiqua-Bold
    /BookAntiqua-BoldItalic
    /BookAntiqua-Italic
    /BookmanOldStyle
    /BookmanOldStyle-Bold
    /BookmanOldStyle-BoldItalic
    /BookmanOldStyle-Italic
    /BookshelfSymbolSeven
    /Century
    /CenturyGothic
    /CenturyGothic-Bold
    /CenturyGothic-BoldItalic
    /CenturyGothic-Italic
    /CenturySchoolbook
    /CenturySchoolbook-Bold
    /CenturySchoolbook-BoldItalic
    /CenturySchoolbook-Italic
    /ComicSansMS
    /ComicSansMS-Bold
    /CourierNewPS-BoldItalicMT
    /CourierNewPS-BoldMT
    /CourierNewPS-ItalicMT
    /CourierNewPSMT
    /EstrangeloEdessa
    /FranklinGothic-Medium
    /FranklinGothic-MediumItalic
    /Garamond
    /Garamond-Bold
    /Garamond-Italic
    /Gautami
    /Georgia
    /Georgia-Bold
    /Georgia-BoldItalic
    /Georgia-Italic
    /Haettenschweiler
    /Impact
    /Kartika
    /Latha
    /LetterGothicMT
    /LetterGothicMT-Bold
    /LetterGothicMT-BoldOblique
    /LetterGothicMT-Oblique
    /LucidaConsole
    /LucidaSans
    /LucidaSans-Demi
    /LucidaSans-DemiItalic
    /LucidaSans-Italic
    /LucidaSansUnicode
    /Mangal-Regular
    /MicrosoftSansSerif
    /MonotypeCorsiva
    /MSReferenceSansSerif
    /MSReferenceSpecialty
    /MVBoli
    /PalatinoLinotype-Bold
    /PalatinoLinotype-BoldItalic
    /PalatinoLinotype-Italic
    /PalatinoLinotype-Roman
    /Raavi
    /Shruti
    /Sylfaen
    /SymbolMT
    /Tahoma
    /Tahoma-Bold
    /TimesNewRomanMT-ExtraBold
    /TimesNewRomanPS-BoldItalicMT
    /TimesNewRomanPS-BoldMT
    /TimesNewRomanPS-ItalicMT
    /TimesNewRomanPSMT
    /Trebuchet-BoldItalic
    /TrebuchetMS
    /TrebuchetMS-Bold
    /TrebuchetMS-Italic
    /Tunga-Regular
    /Verdana
    /Verdana-Bold
    /Verdana-BoldItalic
    /Verdana-Italic
    /Vrinda
    /Webdings
    /Wingdings2
    /Wingdings3
    /Wingdings-Regular
    /ZWAdobeF
  ]
  /NeverEmbed [ true
  ]
  /AntiAliasColorImages false
  /CropColorImages true
  /ColorImageMinResolution 200
  /ColorImageMinResolutionPolicy /OK
  /DownsampleColorImages true
  /ColorImageDownsampleType /Bicubic
  /ColorImageResolution 300
  /ColorImageDepth -1
  /ColorImageMinDownsampleDepth 1
  /ColorImageDownsampleThreshold 1.50000
  /EncodeColorImages true
  /ColorImageFilter /DCTEncode
  /AutoFilterColorImages false
  /ColorImageAutoFilterStrategy /JPEG
  /ColorACSImageDict <<
    /QFactor 0.76
    /HSamples [2 1 1 2] /VSamples [2 1 1 2]
  >>
  /ColorImageDict <<
    /QFactor 0.76
    /HSamples [2 1 1 2] /VSamples [2 1 1 2]
  >>
  /JPEG2000ColorACSImageDict <<
    /TileWidth 256
    /TileHeight 256
    /Quality 15
  >>
  /JPEG2000ColorImageDict <<
    /TileWidth 256
    /TileHeight 256
    /Quality 15
  >>
  /AntiAliasGrayImages false
  /CropGrayImages true
  /GrayImageMinResolution 200
  /GrayImageMinResolutionPolicy /OK
  /DownsampleGrayImages true
  /GrayImageDownsampleType /Bicubic
  /GrayImageResolution 300
  /GrayImageDepth -1
  /GrayImageMinDownsampleDepth 2
  /GrayImageDownsampleThreshold 1.50000
  /EncodeGrayImages true
  /GrayImageFilter /DCTEncode
  /AutoFilterGrayImages false
  /GrayImageAutoFilterStrategy /JPEG
  /GrayACSImageDict <<
    /QFactor 0.76
    /HSamples [2 1 1 2] /VSamples [2 1 1 2]
  >>
  /GrayImageDict <<
    /QFactor 0.76
    /HSamples [2 1 1 2] /VSamples [2 1 1 2]
  >>
  /JPEG2000GrayACSImageDict <<
    /TileWidth 256
    /TileHeight 256
    /Quality 15
  >>
  /JPEG2000GrayImageDict <<
    /TileWidth 256
    /TileHeight 256
    /Quality 15
  >>
  /AntiAliasMonoImages false
  /CropMonoImages true
  /MonoImageMinResolution 400
  /MonoImageMinResolutionPolicy /OK
  /DownsampleMonoImages true
  /MonoImageDownsampleType /Bicubic
  /MonoImageResolution 600
  /MonoImageDepth -1
  /MonoImageDownsampleThreshold 1.50000
  /EncodeMonoImages true
  /MonoImageFilter /CCITTFaxEncode
  /MonoImageDict <<
    /K -1
  >>
  /AllowPSXObjects false
  /CheckCompliance [
    /None
  ]
  /PDFX1aCheck false
  /PDFX3Check false
  /PDFXCompliantPDFOnly false
  /PDFXNoTrimBoxError true
  /PDFXTrimBoxToMediaBoxOffset [
    0.00000
    0.00000
    0.00000
    0.00000
  ]
  /PDFXSetBleedBoxToMediaBox true
  /PDFXBleedBoxToTrimBoxOffset [
    0.00000
    0.00000
    0.00000
    0.00000
  ]
  /PDFXOutputIntentProfile (None)
  /PDFXOutputConditionIdentifier ()
  /PDFXOutputCondition ()
  /PDFXRegistryName ()
  /PDFXTrapped /False

  /CreateJDFFile false
  /Description <<
    /CHS <FEFF4f7f75288fd94e9b8bbe5b9a521b5efa7684002000410064006f006200650020005000440046002065876863900275284e8e55464e1a65876863768467e5770b548c62535370300260a853ef4ee54f7f75280020004100630072006f0062006100740020548c002000410064006f00620065002000520065006100640065007200200035002e003000204ee553ca66f49ad87248672c676562535f00521b5efa768400200050004400460020658768633002>
    /CHT <FEFF4f7f752890194e9b8a2d7f6e5efa7acb7684002000410064006f006200650020005000440046002065874ef69069752865bc666e901a554652d965874ef6768467e5770b548c52175370300260a853ef4ee54f7f75280020004100630072006f0062006100740020548c002000410064006f00620065002000520065006100640065007200200035002e003000204ee553ca66f49ad87248672c4f86958b555f5df25efa7acb76840020005000440046002065874ef63002>
    /DAN <>
    /DEU <>
    /ESP <>
    /FRA <>
    /ITA (Utilizzare queste impostazioni per creare documenti Adobe PDF adatti per visualizzare e stampare documenti aziendali in modo affidabile. I documenti PDF creati possono essere aperti con Acrobat e Adobe Reader 5.0 e versioni successive.)
    /JPN <>
    /KOR <FEFFc7740020c124c815c7440020c0acc6a9d558c5ec0020be44c988b2c8c2a40020bb38c11cb97c0020c548c815c801c73cb85c0020bcf4ace00020c778c1c4d558b2940020b3700020ac00c7a50020c801d569d55c002000410064006f0062006500200050004400460020bb38c11cb97c0020c791c131d569b2c8b2e4002e0020c774b807ac8c0020c791c131b41c00200050004400460020bb38c11cb2940020004100630072006f0062006100740020bc0f002000410064006f00620065002000520065006100640065007200200035002e00300020c774c0c1c5d0c11c0020c5f40020c2180020c788c2b5b2c8b2e4002e>
    /NLD (Gebruik deze instellingen om Adobe PDF-documenten te maken waarmee zakelijke documenten betrouwbaar kunnen worden weergegeven en afgedrukt. De gemaakte PDF-documenten kunnen worden geopend met Acrobat en Adobe Reader 5.0 en hoger.)
    /NOR <>
    /PTB <>
    /SUO <>
    /SVE <>
    /ENU (Use these settings to create PDFs that match the "Required"  settings for PDF Specification 4.01)
  >>
>> setdistillerparams
<<
  /HWResolution [600 600]
  /PageSize [612.000 792.000]
>> setpagedevice


